1. ? Asterisk ?(? Trixbox ??)????Trunk?-> ?Add SIP Trunk?
Outgoing Settings:
Trunk Name = Skype_Trunk

Peer Details:
canreinvite=no
dtmfmode=rfc2833
fromdomain=Sisky ???1P
fromuser=10001
host=SiSky ??771P
insecure=very
secret=mypass
type=friend
username=10001

Incoming Settings:
777

Register String
10001:mypass@SiSky ??1P/10001

2.70utbouns Routes?

Route Name = 777

Dial Patterns = 9|.

Trunk Sequence = SIP/Skype_Trunk

3.7Inbound Routes?

Description = 77?
DID Number = 10001
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SIP Proxy = Asterisk 777 IP?77?
SIP Domain = Asterisk ??7IP

Sisky



