Yate - Yet Another Telephony Engine

VoIP server
VolIP client
Conference server - with up to 200 channels in a single conference
VoIP to PSTN gateway
PC2Phone and Phone2PC gateway
IP Telephony server and/or client

? H.323 gatekeeper
H.323 multiple endpoint server
H.323<->SIP Proxy
SIP session border controller
SIP router
SIP registration server
IAX server and/or client
Jingle client or server

? MGCP gateway or server
ISDN passive and active recorder
ISDN, RBS, analog passive recorder
SS7 switch
Call center server
IVR engine
Prepaid and/or postpaid cards system
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-Define, group extensions
-Set dial plan

-Direct Inward Calling
-Set Auto Attendant
-Music on hold

-Short Dialing

-Set call forwarding
-Voicemail
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