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1. 7?7 /etc/asterisk/extensions_override_freepbx.conf

[from-sip-external]

;give external sip users congestion and hangup

; Yes. This is _really_ meant to be _. - I know asterisk whines about it, but

; 1 do know what I'm doing. This is correct.

exten => _.,1,NoOp(Received incoming SIP connection from unknown peer to ${EXTEN})
exten => _.,n,Set(DID=${IF ($["${EXTEN:1:2}"=""]?s:${EXTEN})})

exten => _.,n,Goto(s,1)

exten => tollfree,1,GotoIf($["${SIPCHANINFO(peerip)}"="xxx.xxx.xxx.xxx"]?from-trunk,${DID},1)
exten => s,1,Gotolf($["${ALLOW_SIP_ANON}"="yes"]?from-trunk,${DID},1)

exten => s,n,Set(TIMEOUT (absolute)=15)

exten => s,n, Answer

exten => s,n,Wait(2)

exten => s,n,Playback(ss-noservice)

exten => s,n,Playtones(congestion)

exten => s,n,Congestion(5)

exten => h,1,NoOp(Hangup)

exten => 1,1,NoOp(Invalid)

exten => t,1,NoOp(Timeout)

Tips:

2. 77 Inbound Route
Elastix > PBX > PBX Configuration > Inbound Routes

Description: 7?77
DID NUmber: tollfree
Set Destination: <whatever you would like>

Tips:

DID Number ??? dialplan ? extension ?? (7777)

”?
1. 7? Trunk
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Elastix > PBX > PBX Configuration > Trunk

Outgoing Settings:
Trunk Name: <?7?7>
PEER Details: 7?7

Incoming Settings:
USER Context: tollfree
USER Details:

host=xxx.XXX.XXX.XXX
context=from-trunk
insecure=very

type=peer
Register String: 7?7

Tips:

2. 7?7 Inbound Route

Elastix > PBX > PBX Configuration > Inbound Routes

Description: 7?7
DID NUmber: tollfree
Set Destination: <whatever you would like>

Tips:

DID Number ??? Trunk ? USER Context 7777

77?

« SIP URI support (fax, mothership, e164, nv-demo)
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